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2
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70 An investigation of spectral restoration algorithms for deep neural networks based noise robust
speech recognition. , 0, , . 14

71 Ensemble of machine learning and acoustic segment model techniques for speech emotion and autism
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84 Improved Lite Audio-Visual Speech Enhancement. IEEE/ACM Transactions on Audio Speech and Language
Processing, 2022, 30, 1345-1359. 5.8 12
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