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Monophonic constrained non-negative sparse coding using instrument models for audio separation
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31 Voicing detection based on adaptive aperiodicity thresholding for speech enhancement in
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Percussive/harmonic sound separation by non-negative matrix factorization with
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33 Nonnegative signal factorization with learnt instrument models for sound source separation in
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42 Improving multiple-F0 estimation by onset detection for polyphonic music transcription. , 2010, , . 3
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Tools and Applications, 2009, 41, 253-286. 2.6 9
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73 Discrimination between transient voltage stability and voltage sag using damped sinusoids-based
transient modeling. , 0, , . 0


