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Spoken Term Detection. IEEE/ACM Transactions on Audio Speech and Language Processing, 2017, 25,
1914-1928.

4.0 7

13 Personalized acoustic modeling by weakly supervised multi-task deep learning using acoustic tokens
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32 Enhanced Spoken Term Detection Using Support Vector Machines and Weighted Pseudo Examples. IEEE
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Speech and Language Processing, 2013, 21, 1330-1342. 3.8 22

34 Towards unsupervised semantic retrieval of spoken content with query expansion based on
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36 Unsupervised domain adaptation for spoken document summarization with structured support vector
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72 Analytical comparison between position specific posterior lattices and confusion networks based on
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78 Pronunciation Modeling With Reduced Confusion for Mandarin Chinese Using a Three-Stage
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