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24 Two-Stage Monaural Source Separation in Reverberant Room Environments Using Deep Neural
Networks. IEEE/ACM Transactions on Audio Speech and Language Processing, 2019, 27, 125-139. 5.8 25

25 Multiple Speaker Tracking in Spatial Audio via PHD Filtering and Depth-Audio Fusion. IEEE Transactions
on Multimedia, 2018, 20, 1767-1780. 7.2 12

26 Error sensitivity analysis of Delta divergence - a novel measure for classifier incongruence detection.
Pattern Recognition, 2018, 77, 30-44. 8.1 3

27 An RIP-Based Performance Guarantee of Covariance-Assisted Matching Pursuit. IEEE Signal Processing
Letters, 2018, 25, 828-832. 3.6 6

28 Multi-source phase retrieval from multi-channel phaseless STFT measurements. Signal Processing,
2018, 144, 36-40. 3.7 10

29 Polynomial dictionary learning algorithms in sparse representations. Signal Processing, 2018, 142,
492-503. 3.7 0

30 A non-intrusive method for estimating binaural speech intelligibility from noise-corrupted signals
captured by a pair of microphones. Speech Communication, 2018, 96, 116-128. 2.8 6

31 Iterative Deep Neural Networks for Speaker-Independent Binaural Blind Speech Separation. , 2018, , . 10

32 Intelligent Signal Processing Mechanisms for Nuanced Anomaly Detection in Action Audio-Visual Data
Streams. , 2018, , . 5
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